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METHOD AND APPARATUS FOR
DIAGNOSING AND REMEDIATING
LANGUAGE-BASED LEARNING
IMPAIRMENTS

This application is a divisional of application Ser. No.
08/852,651 filed May 7, 1997 now U.S. Pat. No. 6,109,107.

BACKGROUND OF THE INVENTION

Research suggests that between three and six percent of
individuals who are otherwise unimpaired have extreme
difficulties producing and understanding spoken language.
This disorder is typically labeled specific language impair-
ment. Persons diagnosed with specific language impairment
(SLI) often have accompanying reading difficulties, but not
all children with reading difficulties have specific language
impairment.

Current research suggests that many individuals with
language learning impairments have a “temporal processing
deficit” that can be demonstrated by psychoacoustic mea-
surements of several different types. They have special
problems in identifying and therefore correctly sequencing
rapidly successive acoustic stimuli because those successive
stimuli interfere destructively with one another. This abnor-
mal signal reception is believed to be accounted for by
abnormally long integration of acoustic information in the
impaired individual’s neuronal processing of the sound input
stream. On the basis of these findings, procedures have been
developed to assess the “temporal threshold” in impaired
individuals using a stimulus sequencing task in which pairs
of successively presented tonal or vowel-like stimuli were
varied in their durations and interstimulus intervals. The
temporal threshold is the time separation (interstimulus
interval) between two stimuli that are nearby in frequency,
and that are of fixed frequency, intensity and duration, at
which they can be accurately sequenced by the individual.
This method can and has been used as a basis for screening
children and adults to identify those with acoustic reception-
based language learning problems, and at risk for dyslexia
(reading failure).

The abnormal temporal interferences that distinguish the
language impaired child appear to underlie the “fuzzy”
phonetic reception and “phonological awareness” deficits
that also plague them. It has been specifically demonstrated
that language impaired children cannot distinguish between
specific phonemes (for example, the consonant-vowel con-
trasts /da/ and /ba/) when the consonant transitions are
presented in a fast form, but can identify them if the
consonant transition is adequately prolonged in time. This
has been interpreted as occurring because in its long form,
critical consonant features are represented outside of the
domain of destructive interference or integration that
destructively alters briefer stimuli.

Studies conducted in animal models and experiments
conducted in human subjects performing visual tasks have
demonstrated that the correct identification of rapidly suc-
cessive inputs can be improved markedly with training. On
the basis of these new experimental findings and the back-
ground perspective on the acoustic reception problems of
language impaired individuals described above, a training
method was invented to ameliorate the “temporal processing
deficits” of language impaired and dyslexic individuals, and
to facilitate complex acoustic signal and language process-
ing in general. That training approach is the subject of U.S.
patent application Ser. No. 08/351,803, filed Dec. 8, 1994,
invented by Tallal et al., entitled, Method and Device for
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2

Enhancing the Recognition of Speech Among Speech-
Impaired Individuals, which is expressly incorporated herein
by this reference. The teachings of that patent application
provide a highly effective basis for overcoming, through
training, the acoustic sound stream interference problems
that limit signal reception in language impaired individuals.
With the dramatic “clarification” of speech input that results
from such training, children have been found to perform at
much higher levels at a wide variety of phonetic reception,
speech/language memory, syntactic, semantic, grammatical
receptive and expressive language tasks. In general, after
training, their language skills are elevated to normal or
nearly normal “language quotient” levels.

The particular techniques described in the above-
identified patent application focus on the difficulty that SLI
persons have in discriminating between a pattern of brief
sounds that occur in close temporal proximity to each other.
The adaptive training methods taught in that patent appli-
cation ordinarily involve altering the brief sounds, by pro-
longing them or increasing their level (intensity), and
increasing the intei-stimulus interval (ISI) between the
sounds. These changes in the sounds and in their temporal
separation makes them more intelligible to the SLI person.
The training program typically involves a regimen of
repeated presentation of the modified sounds in a controlled
pattern to the SLI individual. The individual is asked to
identify the short duration sounds. The ISI between the brief
sounds is gradually decreased as the individual’s ability to
identify the sounds improves. These improvements in the
ability of the individual to discriminate between the sounds
is monitored throughout the training program. As the per-
ceptual acuity of the person continues to improve, the ISI is
decreased even further and the repetition of sounds is
repeated with the new ISI. It has been found that, over the
course of a training program, an SLI individual’s ability to
distinguish between brief sounds presented in a rapid
sequence may improve significantly. Eventually, as a result
of the training, the SLI person may be able to discriminate
between substantially unmodified brief sounds, such as
consonants, which are temporally separated by an amount
typical to a normal speech rate.

While these earlier procedures for the identification and
remediation of language perception problems in specific
language impaired individuals generally have been highly
effective, there exists a need to adopt new procedures
consistent with ongoing developments in the understanding
of the nature and causes of these perceptual problems. For
instance, these earlier treatment methods generally do not
consider the potential impact of the ordering of interfering
sounds upon the ability of a SLI person to distinguish
between the sounds. Additionally, for example, these prior
methods do not take into account the possible effects of the
spectral content of the interfering sounds upon the ability of
a SLI person to differentiate between sounds presented in
rapid sequence or simultaneously. Thus, there has been a
need to continue to develop improved methods for the
identification and treatment of language perception prob-
lems in specific language impaired (SLI) individuals based
upon other elements of sound patterns such as temporal
ordering of the sounds and spectral content of the sounds.
The present invention meets this need.

DETAILED DESCRIPTION OF THE
PREFERRED EMBODIMENT

The present invention provides a method, and apparatus
for screening individuals for specific language impairment
(SLI) and for training individuals who suffer from SLI so as
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to remediate the effects of the impairment. The novel
method and apparatus takes into account both the spectral
content of interfering sound stimuli and the temporal order-
ing (or direction) of the interference between the stimuli. It
is well known that even persons with normal language
ability may have difficulty detecting a target sound in the
presence of masking noise with the same frequency (or
spectral) content as the target. Experiments have shown,
however, that SLI persons often have greater difficulty than
persons with normal language ability in detecting a target
sound in the presence of a masking noise with a different
spectral content than the target. Moreover, experiments have
shown that although the ability of SLI individuals to detect
a target sound in the presence of a masking noise improves
as the spectral content of the target and the noise are
separated by increasing amounts, the ability of non-language
impaired persons to detect the target improves at a faster rate
as the spectral separation increases. Experiments also have
shown that backward masking often is greater in individuals
with SLI than in persons who do not experience SLI. Thus,
these experiments suggest that SLI persons have lower
resolution frequency discrimination than non-SLI persons.
Screening according to a presently preferred embodiment of
the invention assesses the severity of backward masking
interference and the severity of spectral interference in
simultaneous and non-simultaneous masking. Training
according to the current embodiment aims to reduce the
effects of backward masking and spectral interference in
persons with SLI.

Screening of an individual for SLI according to a current
embodiment of the invention involves presenting the indi-
vidual with several different patterns of target sound stimuli
and mask sound stimuli. A target stimulus is the target of
reception. It is the sound signal component to be identified
by the individual under test. A target sound stimulus may be
a consonant, a tone, a tonal complex, noise, amplitude
modulated noise or a frequency sweep, for example. A mask
sound stimulus is a sound that may destructively interfere
with the target sound stimulus so as to make the target more
difficult to detect in the presence of the mask. A mask sound
stimulus may be noise with a prescribed spectral content, a
tone, a vowel, a word, a word fragment, a sentence, a
sentence fragment the sound of many voices in a crowd, a
tone, a tonal complex, noise, amplitude modulated noise or
a frequency sweep, for example. In the present implemen-
tation of the invention, many test patterns comprising dif-
ferent combinations of target and mask sound stimuli are
used to assess backward masking effects and spectral inter-
ference effects in an individual under test.

Referring to the illustrative drawings of FIG. 1, there is
shown an exemplary target-mask sound stimulus pattern
which can be used to assess a person for impairment based
upon backward masking effects. A series of target-mask
stimuli pairs are provided in which individual target stimuli
and corresponding mask stimuli are temporally sequenced
with the target preceding the corresponding mask. The
exemplary pattern includes the target-mask pair T4-M4, in
which the target sound stimulus T4 precedes the mask sound
stimulus M4. The pattern also includes target-mask pairs,
T1-M1, T2-M2 and T3-M3. It will be appreciated that only
a few representative target-mask pairs are shown, and that
there ordinarily will be many more target-mask pairs in a
typical pattern in accordance with the invention. The time
interval between target-mask pairs varies. For example, the
time interval t4 between T4 and M4 is greater than the time
interval t3 in T3-M3 or the time interval t1 in T1-M1.
Moreover, the time interval t3 is shorter than the time
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4

intervals t4, t2, or t1. In general, the shorter the duration of
the target the more pronounced the masking effect. Target
durations ranging from almost 0 milliseconds (msc) to about
500 msc generally are employed in the screening and
training in accordance with the invention. An individual
under test is expected to indicate when he or she perceives
a target stimulus. An electronic record is created which
records the individual’s responses to the various target-mask
pairs in the test pattern. The record which may be encoded
in electronic media provides a map of the individual’s ability
to discern target sound stimuli as a function of the temporal
spacing between a target sound stimulus and a backward
mask sound stimulus.

Referring to the illustrative drawings of FIG. 2, there is
shown an exemplary target-mask sound stimulus pattern that
may be used to assess spectral masking effects according to
the invention. A series of target-mask stimuli pairs are
provided in which individual target stimuli and correspond-
ing mask stimuli occur simultaneously (or overlap in time)
and in which the spectral content of the mask varies. For
example, mask M10 lacks a frequency notch. In other words,
mask M10 is continuous throughout the range of frequencies
provided within M10. Consequently, mask M10 contains
frequency components that overlap the frequencies in the
target T10. See, Patterson, Roy D., “Auditory Filter Shapes
Derived With Noise Stimuli”, Journal of the Acoustical
Society of America, Volume 59, No. 3, pp. 640-654. In
contrast, mask M11 has a spectral notch with a width of delta
F11; mask F12 has a spectral notch of delta F12; and mask
has a frequency notch of delta F13. It will be appreciated
from the illustrative drawings of FIG. 2 that the width of the
spectral notch in M12 is greater than the widths of spectral
notches in M11 or M13, and that the width of the spectral
notch in M11 is narrower than the width of the spectral notch
in M13. Ordinarily, the wider the frequency notch the easier
it will be to detect the target in the presence of the mask. In
a presently preferred embodiment frequency (or spectral)
notches of 0, 0.2/(target tone frequency), 0.4/(target tone
frequency) and 0.8/(target tone frequency) are employed. An
individual under test is expected to indicate when he or she
perceives a target stimulus in the presence of each of these
separate masks. More specifically, the target sound stimulus
intensity level at which the individual detects the target T10
in the presence of mask M10 is determined. The target sound
stimulus intensity level at which the individual detects the
target T11 in the presence of mask M11 is determined. The
target sound stimulus intensity level at which the individual
detects the target T12 in the presence of mask M12 is
determined. The target sound stimulus intensity level at
which the individual detects the target T13 in the presence
of mask M13 is determined. See Rosen, Stuart and Baker,
Richard J., “Characterizing Auditory Filter Nonlinearity”,
Hearing Research, volume 73, 1994, pp. 231-243. An elec-
tronic record is created which records the individual’s
responses to the various target-mask pairs in the test pattern.
The record which may be encoded in electronic media
provides a map of the individual’s ability to discern target
sound stimuli as a function of spectral interference between
a target sound stimulus and a mask sound stimulus.

The different target-mask sound stimulus patterns in
FIGS. 1 and 2 are used to screen for two distinct problems
in auditory perception. Target-mask patterns of the general
type shown in FIG. 1 in which the interstimulus interval is
varied in a backward masking setting are particularly helpful
in evaluating the degree to which an individual is unable to
detect a target sound stimulus due to backward masking
effects. Usually, the greater the backward masking effect
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experienced by a person, the wider the time interval must be
between target and mask before the person can detect the
target in the presence of the following mask. Alternatively,
the greater the backward mask effect, the louder the target
stimulus must be in order to be detectable in the presence of
the backward mask stimulus. Mask patterns of the general
type shown in FIG. 2 in which the width of a spectral notch
is varied are especially useful in assessing the impact of
spectral interference upon an individual’s ability to detect a
target sound stimulus. Typically, the greater the spectral
interference experienced by a person, the wider the spectral
notch must be between target and mask before the person
can detect the target in the presence of the mask. Therefore,
varying the spectrum of the mask can reveal the severity of
both simultaneous (overlapping) and non-simultaneous
(backward or forward) mask effects. Thus, the exemplary
target-mask sound stimulus patterns of FIGS. 1 and 2 are
used to evaluate two independent auditory perceptual cor-
relants.

There are significant advantages in screening individuals
for SLI in accordance with the present invention. For
example, research shows that SLI individuals often experi-
ence more severe backward masking effects than the normal
(or non-SLI) population. Hence, the target-mask patterns
exemplified in FIG. 1 can be especially useful in identifying
persons likely to suffer from SLI. Research also shows that
SLI persons often experience greater difficulty than the
normal (or non-SLI) population in detecting a target sound
stimulus in the presence of a mask sound stimulus when the
target and mask possess different spectral content. Thus, the
target-mask patterns exemplified in FIG. 2 can be particu-
larly useful in determining the extent of both simultaneous
and non-simultaneous masking in SLI persons.

It will be appreciated that in backward masking, varying
the spectral content of the mask can be used to ascertain the
severity of the backward mask problem. For instance, a
series of target-mask pairs can be provided in which the
target is presented before the mask (backward mask
scenario); a spectal notch in the mask is varied throughout
the pattern while ISI is fixed; and, for each different spectral
notch, a determination is made as to the threshold target
stimulus level at which an individual can detect the target. In
this manner a map of an individual’s ability to detect a target
in the presence of backward masks having different spectral
content can be created.

Assessment of spectral interference in both non-
simultaneous and simultaneous masking are important to
develop a more complete understanding of the basis for an
SLI person’s language impairment. For example, backward
masking, a form of non-simultaneous masking, is believed
to be an underlying cause of masking of a consonant sound
by a following vowel sound. In the fragment /ba/, for
instance, it is believed that the consonant /b/ in some cases
may be backward masked by the vowel /a/. In contrast, for
example, simultaneous masking, in which the target and
mask overlap in time, is believed to be an underlying
problem in differentiating sounds that are similar or over-
lapping in spectral content. The short /i/ and the short /a/
sounds, for instance, sometimes may interfere with each
other due to simultaneous masking effects. See Stark, Rachel
E. and Heinz, John m., “Vowel Perception in Children with
and Without Language Impairment”, Journal of Hearing and
Speech Research, Volume 39, pp. 860-869. Of course, a
better understanding of the nature of a person’s learning
impairment may result in the development of an improved
and more realistic course of adaptive training for such
individual.
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6
EXAMPLE

The following example reports the results of psychophysi-
cal tests employing simple tones and noises showing that
children with specific language impairment have severe
auditory perceptual deficits for brief but not long tones in
particular sound contexts. The data supports the view that
language difficulties result from problems in auditory
perception, and provide further information about the nature
of these perceptual problems.

FIG. 1: Average tone level required by 8 language-
impaired (filled squares) and 8 control (open squares) chil-
dren to just detect a long tone temporally centered in a
bandpass noise (panel A), or a brief tone presented before,
during or after that noise (panel B). The error bars indicate
plus and minus one standard error of the mean across
subjects. The stimuli are illustrated schematically along the
abscissa.

FIG. 2: Average tone level required by 8 language-
impaired (panel A) and 8 control (panel B) children to just
detect a brief tone presented before, during or after a
bandpass (squares, replotted from FIG. 1B) or notched
(triangles) noise. The error bars indicate plus and minus one
standard error of the mean across subjects. The stimuli are
illustrated schematically at the bottom of the figure.

We measured the detection threshold for a brief tone
presented before, during or after two different masking
noises in 8 children diagnosed with specific language
impairment, and in 8 control children with normal language
skills who matched the others in age and nonverbal intelli-
gence. Details of the two groups are provided in Table 1.
Before beginning the tests with the brief tones, we intro-
duced the children to the listening task by measuring their
detection thresholds for a long tone presented in the tem-
poral center of a “bandpass” noise that included frequencies
at and near the tone frequency. The points above the sche-
matic illustration of the stimuli in FIG. 1A show that the
same mean tone level was required by specifically language
impaired (filled squares) and control (open squares) children
to detect the long tone in this masking condition [F(1,14)
<1p>0.05].

FIG. 1B shows the results of our subsequent measure-
ments in the same children of the detection threshold for a
brief tone presented with the bandpass noise at each of four
temporal positions illustrated schematically along the
abscissa. The performance pattern of control children (open
squares) was just as expected based on previous work on
normal auditory masking: The tone was easier to detect
when it was presented just before or just after, as opposed to
during, the noise, and was easiest to detect when it preceded
rather then followed the noise. In comparison to controls,
children with specific language impairment (filled squares)
needed a higher tone level for detection in every condition.
Most remarkably, impaired children had as much or more
difficulty detecting the tone when it was presented before the
noise (the backward-masking condition) as when it was
presented during or after the noise. There was no overlap in
performance between the two groups in the backward-
masking condition.

We also measured detection thresholds in the same chil-
dren for a brief tone presented at each of the four temporal
positions in a spectrally “notched” noise that excluded
frequencies at and near the tone frequency. The two panels
of FIG. 2 show the mean tone thresholds for each group for
both the bandpass (squares; replotted from FIG. 1B) and
notched (triangles) noises. The conditions are schematically
illustrated at the bottom of the figure. For both impaired and
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control children, the tone was typically easier to detect with
the notched than with the bandpass noise. This is expected
in normal hearing. However, in contrast to most adults,
neither group of children showed a clear threshold difference
between the two masker types when the tone and noise
started simultaneously.

Two aspects of the performance of impaired children with
the notched noise are particularly important. First, language-
impaired children were better at hearing the tone presented
before (the backward-masking condition) the notched than
the bandpass noise. Their severe perceptual deficit for tones
presented in this temporal position was worst when the tone
and following noise had similar frequencies. Follow-up tests
on 4 additional impaired children showed that the detection
threshold in the backward masking condition reached con-
trol values when the spectral notch in the masker was made
sufficiently wide. Thus, impaired children had perceptual
difficulties in certain temporal and spectral sound contexts,
but did not display a general deficit in the perception of
rapidly presented sounds. Second, the mean threshold dif-
ference between the notched and bandpass noises was
smaller for impaired than for control children in both the
simultaneous-delay (10.5 dB vs. 18.6 dB) and forward (15.7
dB vs. 20.5 dB) masking conditions. This indicates that
impaired children were less able than controls to take
advantage of a frequency separation between the tone and
noise to aid detection of the tone.

A 2x2x4 analysis of variance performed on the data in
FIG. 2 revealed significant main effects for subject group
[F(1,112)

102.70,p<0.0001], noise type [F(1,112)

43.94,p<0.0001], and tone position [F(3,112)

41.93,p<0.0001]. There were also significant interactions
between subject group and tone position [F(3,112)

16.72,p<0.0001] and noise type and tone position [F(3,
112)

3.53,p

017], but not between the subject group and the noise type
[F(1,112)

0.08, p>0.05], nor among the three factors [F(3,112)

1.07, p>0.05]. A Scheffe post hoc analysis indicated that
the thresholds of the two subject groups differed sig-
nificantly only in the two backward-masking condi-
tions (p<0.0001 for the bandpass masker and p

0.0002 for the notched-noise masker).

In sum, these results suggest that children with specific
language impairment are severely impaired in their ability to
(1) separate a brief sound from a rapidly following sound of
similar frequency, and (2) enhance the detection of a brief
tone by exploiting a frequency difference between the tone
and a longer co-occurring or preceding masking sound.
These auditory perceptual deficits could clearly degrade the
perception of the brief acoustic elements of speech. Many
individuals with language impairment and other disorders
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related to spoken language might benefit from diagnoses
incorporating the auditory tests used here, and from auditory
training that focuses on their most severely impaired abili-
ties. The present auditory tests might also aid in the diag-
nosis and treatment of persons with reading difficulties. We
have preliminary data on 12 such individuals. Five had
excessive amounts of auditory backward masking, but none
had as much masking as the children with specific language
impairment. Our results are in accord with the conclusion of
a recent review that some, but not all, children with reading
problems have difficulties accurately perceiving rapidly pre-
sented stimuli. Our data are also consistent with a previous
report showing that children with reading difficulties are
particularly poor at discriminating words that differ only in
their first sound. Finally, the temporal and spectral specific-
ity of the auditory perceptual deficits reported here may
serve to guide the search for the underlying neural bases of
language disorders.

METHODS

Stimuli: All stimuli were generated digitally. Tone: 1000
Hz, 20 or 200 ms onset-to-offset. Noises: 600-1400 Hz
(bandpass noise) or 400-800 Hz and 1200-1600 Hz
(notched noise), 300 ms onset-to-offset, 40 dB SPL spectrum
level. Gating envelope: 10-ms cosine squared for all stimuli.
Masking conditions: The 20-ms tone was turned on at four
different times defined relative to the onset of the 300-ms
noise:-20 ms (backward masking), 0 ms (simultaneous-
onset masking), 200 ms (simultaneous-delay masking), or
300 ms (forward masking). The 200-ms tone was turned on
50 ms after noise onset.

Procedure: We used a standard, adaptive, two-interval
forced-choice procedure to estimate the tone level required
for 94% correct detections. The observation intervals were
separated by 800 ms. Visual displays on a computer screen
marked the observation intervals and gave feedback. Each
reported brief-tone threshold was based on the mean of two
or three 30-trial measurements per child. Three measure-
ments were always collected, but the most deviant estimate
was omitted if the standard deviation of the three was greater
than 15 dB. The average within-subject standard error was
3.7 dB for impaired children and 2.5 dB for control children.
Because the long-tone condition was used to acquaint the
children with the task, we report only the last threshold
estimate of the one to three obtained from each child in that
condition; in total, the 8 impaired children completed 14
threshold estimates and the 8 control children 13 estimates
in the long-tone condition. We collected the data with the
long tone first, and then presented the four brief-tone con-
ditions in pairs [bandpass then notched noise] in a diagram
balanced latin square. We tested each child individually in a
sound-attenuated room. Stimuli were delivered to the right
ear over Sennheiser HD450 headphones. All children were
paid for their participation.

TABLE 1

Language Impaired

MEAN (sd) Control
Age 8.1(6.3) 8.0 (7.1)
Sex 6M, 2F 3M, 5F
TONI-2 101 (5.3) 105.1 (6.5)
CELF-R:
Receptive Language 83.4 (6.9)" 112.5 (7.8)
Linguistic Concepts 7.4 (1.5)" 10.6 (2.3)
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TABLE 1-continued

Language Impaired

MEAN (sd) Control
Sentence Structure 6.9 (1.6) 12.4 (2.0)
Oral Directions 75 (2.1) 13.0 (2.1)
Expressive Language 70.7 (4.8)* 98.1 (5.2)
Word Structure 5.5(1.6) 8.8 (1.6)
Formulated Sentences 4.9 (1.3) 8.6 (1.1)
Recalling Sentences 6.3 (2.1) 12.0 (1.3)
Total Language 75.3 (4.5)" 1053 (5.4)

Table 1: Mean of the standard scores on the Test of
Nonverbal Intelligence (TONI-2)** and the Clinical Evalu-
ation of Language Fundamentals-Revised (CELF-R)*° for
the 8 specifically language impaired (middle column) and 8
control (right column) children. The mean age
(years.months) and sex distribution of both groups is also
provided. The standard deviation of each mean value is
shown in parentheses. Plus signs indicate values based on
the mean of 7 of the 8 impaired children due to missing test
results.

Apparatus Set Up and Screening Maps

Screening and training in accordance with the present
invention can be performed using a standard personal com-
puter equipped with an input device such as a keyboard or
a mouse and headphones to deliver pattern of target-mask
pairs to an individual. Conventional signal generation equip-
ment can be used to actually generate the target-mask
patterns. The illustrative drawing of FIGS. 3 and 3A-3C
describe the flow of a computer program that can control the
generation and presentation of the target-mask stimulus
patterns. The illustrative drawings of FIGS. 4A—4C are two
dimensional mappings of three different individuals tested in
accordance with the invention for the ability to detect a
target in a backward masking situation with a 20 msc target
length and without a spectal notch in the mask. The filled
circles represent data points (mask level and ISI) for which
the person under test could detect the target. At a tone level
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of 0, the target has the same intensity as the mask. The map
of FIG. 4A represents result for a normal, non-language
impaired person. The map of FIG. 4B represents results for
a mildly language impaired person. The map of FIG. 4C
represents results for a severely language impaired person.

What is claimed is:
1. A method of screening an individual for audio percep-
tion problems, the meted comprising the steps of:

a) providing a target-mask stimulus pair comprising a
target sound stimulus and a mask sound stimulus to
determine whether the individual can detect the target
sound stimulus when followed by the mask sound
stimulus, or whether the individual cannot detect the
target sound stimulus because the mask sound stimulus
backward masks the target sound stimulus;

b) presenting the target sound stimulus and the mask
sound stimulus such that a starting interstimulus inter-
val (ISI) between the target and the mask is sufficiently
wide such that individuals with normal audio percep-
tion can detect the target sound stimulus in the presence
of the mask sound stimulus when the target sound
stimulus is at a prescribed level relative to a mask
sound stimulus level;

¢) changing the ISI by a prescribed amount;

d) producing the target sound stimulus and the mask
sound stimulus with the changed ISI while maintaining
the prescribed relative target stimulus to mask stimulus
levels;

¢) determining whether the individual can detect the target
sound stimulus; and

f) if the individual cannot detect the target sound stimulus
signal then repeating the steps c) through e) until the
individual can detect the target sound stimulus.

2. The method of claim 1 wherein the step of changing the

ISI involves increasing the ISI by a prescribed amount.

#* * #* * #*
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